
Profit by providing voice services to
customers who use Asterisk and other
SIP-based IP-PBXs and softswitches

You can now partner with Net2Phone 
to resell SIP trunking accounts

Asterisk SIP Trunking

Partner Benefits
While providing your customers with Net2Phone’s low-cost calling services, you can:

• Profit from every call your customers make 
• Easily provision customer accounts with our Web-based tool
• Effectively manage your business with our account management, billing and reporting tools

Customer Benefits
Your customers who use Asterisk and other SIP-based IP-PBXs* and softswitches can:

• Save on outbound calling
• Choose phone numbers from more than 30 countries worldwide to reduce inbound calling costs**

• Experience high quality service backed by Net2Phone, a pioneer in the VoIP industry

To start saving with Net2Phone, Asterisk systems should be configured as
follows:***

Configuration Parameters

General
port=5060
dtmfmode=rfc2833
progressinband=never
allow=g729
allow=g711
allow=g723

Outbound Calling
type=peer
username=ACCOUNT NUMBER
secret=PIN NUMBER
host=ippbx.net2phone.com
port=5060
canreinvite=no

Registration
register=>ACCOUNT NUMBER:PIN NUMBER@ippbx.net2phone.com/siptrunking

* While the Net2Phone service is compatible with most SIP compliant IP-PBXs and softswitches, interoperability is not
guaranteed with any specific device or software.  Device and software configuration support is not provided

** Users inside the United States are limited to outbound calling only.  
*** For other SIP-based IP-PBXs and softswitches, your Net2Phone account number should be configured as your SIP 

username and your PIN number should be configured as your SIP password.  Traffic must be sent to 
ippbx.net2phone.com port 5060
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